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2N® VoiceBlue Lite has these parameters:
e |Paddress 192.168.92.200

e Incoming port: 5060
e Firmware version: 2.07.35i39

Alcatel OXO parameters:
e |Paddress 192.168.92.246

e Incoming port: 5060

e version7.7.1

SIP TRUNK INTERCONNECTION

1) For the setting of the trunk between the VoiceBlue Lite and your PBX you need to configure SIP
proxy (GSM->1P) for GSM incoming calls. The setting is in the VoIP menu. SIP proxy (IP->GSM)
is designed for secure communication just with traffic from your PBX. You can specify the IP

address and port which will accept SIP packets from.

In case you leave there 0.0.0.0 it will be open for all traffic.
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2) Configuration of the LCR (Least Cost Routing)

The GSM operator has e.g. in our country prefix 6 and 7 with a nine digit the length number.

The setting is below.
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3) You need to create LCR rule for defined prefixes. The GSM group says thru with outgoing group
the call will follow and in the GSM group assignment you can define, which SIM card belows to

which GSM outgoing group.
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4) Configuration of GSM outgoing groups:

You are able to set up different setting for each GSM group (CLIR, free minutes, Virtual ring
tone, roaming and others). In case you don’t have a Ring back tone, set up Delay for ALERTING
to option 4.

1 G5M group l 2GS group | 3GEM group] 4 G5M grnup]
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5) Incoming calls

For incoming calls you can define 2 groups with the different behavior and assign them to the
GSM modules. The settings are similar with GSM groups assignment for outgoing calls.
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In GSM incoming groups you can define the behavior for each GSM incoming group. Choose
the mode to Reject, Ignore, Accept incoming calls or Callback.
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You can define the list of called numbers which will be automatically dialed after DTMF dialing
timeout if the customer don’t press any button till the specified time. From the configuration, you
can see 10 seconds for DTMF dialing and after that the call will be routed to the extension 101 to
your PBX (if you set up SIP proxy (GSM->IP) in VolP parameters).



Alcatel OXO configuration

Setup a count of VolP-Trunk channels for VolP trunk to OfficeRoute

IP Quality of Service
VYolP Protocol

[~ RTP Direct

Number of Yol P-Trunk Channels

Number of Yol P-Subscriber Channels

SIP

YoIP: Parameters

General | Gatewsy| DSP | DHCP| Fax | 1P |

Choose Trunk group and check Public trunk checkbox. Change Link Category settings
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Assign Trunk Groups

x
Index Mo, Type Mame
1 | | Cyctic |
Phy. Add. Acc. Type |dentifier Mo of Chan, |4 Add
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10 508 Cyclic
11 509 Cyclic
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Return | ak | Cancel

Setup Numbering plans table. As Base settings choose ARS

Numbering Plans X

Internal Numbering Plan I Public Numbering Plan | Restricted Public Numbering Plan | Private Numbering Plan |

Function Start End Base NMT Priv Fax Add
IMain Trunk Group j IU IU IAHS IDrop ;‘ lNo LI I Delet
elete
Protect Communication *84 84 Drop No :] -
Lock/Unlock 85 *85 Drop No Modify

Programming Mode *87 87 Drop No
(ECCOUT Coge THew o) oTeD Up
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0 Drop
Down
Subscriber 200 299 200 Drop No
Subscriber 300 399 300 Drop No
Secondary Trunk Group 500 534 1 Drop No
Hunting Group 540 565 540 Drop No
ACD Prefix 80 81 0 Drop No
Attendant Call 9 9 9 Drop No ine

oK | Cancel |

Check Public numbering plan for incoming calls.



At Trunk Groups List assign List ID with Index at menu Numbering - Automatic Routing Selection -
Trunk Groups List

=0mniPCX Office Management Console - [Data

File Comm  Wiew Options 2
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@ Todls I i g J  Mone hone hone

E| =B test

ﬁ Customer/Supplier Info
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3 End of Dialing Table
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: - Automatic Routing: Prefixes
- Gateway Parameters

SIP Public Mumbering -
T Trunk Groups Lists
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Setup IP address of OfficeRoute, codecs, bandwidth and GW keepalive timeout for VolIP trunk at
menu Numbering - Automatic Routing Selection - Automatic Routing: Prefixes

|OMC Automatic Routing: Prefixes
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ﬁ Cugtamet/Supplier Info
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{78 Numbering Plans

Features in Conversation

.58 DDI Mumber Modification Table
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-5H Splitting Table

End of Dialing Table

71 Automatic Rauting Selection

Automatic Routing: Prefixes

Gateway Parameters

At menu Numbering < Automatic Routing Selection - Gateway Parametres setup listening

port 5060. If you want to use OfficeRoute with different listening port (for example 5065), just
setup the number of the port here.

IGatewav Parameters

Index Login | Password Damain Mame | Realm | RFC 3335 | Re... |#5IF Mumbers ...
1
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