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2N® VoiceBlue Next has these parameters:
e |Paddress 192.168.92.200

e Incoming port: 5060

e Firmware version: 01.00.03i10

Alcatel OXO parameters:
e |Paddress 192.168.92.246

e Incoming port: 5060

e version7.7.1

SIP TRUNK INTERCONNECTION

1) For the setting of the trunk between the VoiceBlue Next and your PBX you need to configure
SIP proxy (GSM->IP) for GSM incoming calls. SIP proxy (IP->GSM) is designed for secure
communication just with traffic from your PBX. You can specify the IP address and port which
will accept SIP packets from.

In case you leave there 0.0.0.0 it will be open for all traffic.
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Gateway configuration

= VolP parameters

Gatewa

Gateway Update Restart

G711 BITE =

G729: |

Codec priority
The IP address
Priority 1: .
Priority 2: to which the The IP address and

Priority 3: trafficis send port which will

IP addresses accept traffic from

SIP proxy (IP->GSM):

SIP proxy (GSM->IP): - Set default port
SIP registrar: 0000 E Set default port
NAT firewall:

STUN server: :

Next STUN server request (60-6553, 0=off) [s]: 600 |

Tones generated to VolP

Dial tone to VoIP: English H



2) Configuration of the LCR (Least Cost Routing)

The GSM operator has e.g. in our country prefix 6 and 7 with a nine digit the length number.

The setting is below.
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Prefixes
Gateway configuration
GSM prefix lists

) .| Gateway

Gateway

P 1 Prefixlist 2 Prefixlist 3 Prefixlist 4 | Prefixlist 5 Prefixlist B Prefixlist 7 Prefixlist 8

Basic settings

M O:

Default count o
" Prefixes

Table of replaced prefixes

Only 0123456789#+ characters are allowed

Remove

Table of accepted prefixes

Only 0123456789#+ characters are allowed
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1]
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(]
[__Femoe |

nt]:

Remove

Remaove all
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3) You need to create LCR rule for defined prefixes. The GSM group says thru with outgoing group

the call will follow and in the GSM group assignment you can define, which SIM card belows to
which GSM outgoing group.

PV
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Gateway configuration

® LCR table

" CLIP F

) .| Gateway

Gateway | | Restart
- A
dDIE
Prefix list Time limitation Weekend usage Max. length of call Groups: Add Remove all
1/ 0:00/24:00 Use as in week off 1 Edit Remove
2t 0:00/24:00 Use as in week off 2 Edit Remove

B |

Gateway configuration

GSM groups assignment

Module:
0. module

1. module

Outgoing:

1. Group__|~]
2 Group__|~]

Incoming:

1. Goup__|~]
1. Goup ||



4) Configuration of GSM outgoing groups:

You are able to set up different setting for each GSM group (CLIR, free minutes, Virtual ring

tone, roaming and others). In case you don’t have a Ring back tone, set up Delay for ALERTING
to option 4.

Gateway

TELECOMMUNICATIONS Gateway | Update | Restart

>way control

GSM outgoing groups
. 1.GSMgroup

General settings

Gateway configuration

Delay for CONNECT [s]:

= GSM outgoing groups Minimal ring duration to send "SMS at no answer” [s]:

ming groups

Delay for ALERTING

‘Minute' p: Count of minutes

2leting statis

Seconds

Send CLIP from VolP to GSM/IUMTS

5) Incoming calls

For incoming calls you can define 2 groups with the different behavior and assign them to the
GSM modules. The settings are similar with GSM groups assignment for outgoing calls.

GSM groups assignment

Module; Qutgoing: Incoming:

0. module [ Group [~ NN 1. Group [~
1. module (2 Group [~ [N 1. Group [~

In GSM incoming groups you can define the behavior for each GSM incoming group. Choose
the mode to Reject, Ignore, Accept incoming calls or Callback.
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GSM incoming groups
[ PEET ] 2. GSMgroup |

General settings

Gateway configuration

Mode:

= GSMii i
Bl 1irirurn digits in DTMF:

Maximum digits in DTMF:
DTMF dialling timeout [s]:
Day of deleting GSM inc. group statisti
l-in:
s one digif):
[min]:

Gateway

Gateway

Acceptincoming calls + dialtone ¥

{(Call number by %A, %G95..8 or none or answer and wait for
DTMF)

Qir B

You can define the list of called numbers which will be automatically dialed after DTMF dialing

timeout if the customer don’t press any button till the specified time. From the configuration, you

can see 10 seconds for DTMF dialing and after that the call will be routed to the extension 101 to

your PBX (if you set up SIP proxy (GSM->IP) in VolP parameters).

List of called numbers

Only 0123456789*#+ characters are allowed

Remove

Remove all



Alcatel OXO configuration

Setup a count of VolP-Trunk channels for VolP trunk to OfficeRoute

Choose Trunk group and check Public trunk checkbox. Change Link Category settings

Number of YolP-Trunk Channels

Number of Yol P-Subscriber Channels

IP Quality of Service

YolP Protocol

[~ RTP Direct

YoIP: Parameters

General | Gatewsy| DSP | DHCP| Fax | 1P |

SIP

x
FPhy. Add. Type |dentifier WolP-Trunk Ch. Speed Dial |
ESTETI T | f4 = CalDist, |
Efl —
& Phy, Add,  Acc Type |dentifisr Mo of Chan. Deleta | Meter part. IU Resst |
8:]] 81038]1 %8 Hgg; g Details | Meter tatal IU
01-011-m TO MOo3 2
01-012-01 T0 Hoo4 2
35-001-01 ol P 4

[~ Out of Service (logical)

¥ Public trurk

—

&lternative CLIP/COLP Mumber

Batum | Ok I Cancel
At Link Category menu setup all necessary parametres
x|

Phy. Add. Type |dentifier

|95-001-01 [WolP w001

— Traffic Sharing — Barring

Voice Non'.
Mode LC No Mode VLC MLC
Norm. I1_ Norm. |-7- I-T-
Rest. |1_ Rest. |1_ |1_
oK Cancel |




Assign Trunk Groups

zl

Index Mo, Tupe MHame

|1 | | Cyclic |

Phy. Add. Bee T | dentif Mo of Chan, |4 hdd

o Index O Moo O Type = Name 4 R Gt et I_ |
[ [ [ Cycic =11 95-001-01 ValP )| Delete |
wg i
2 R00 Cyclic
3 501 Cyclic 4|U°
4 a02 Coclic
5 B3 Cyclic 4|D°""”
B 504 Coclic SR
7 505 Cycc _IL'”k o
8 R06 Cyclic
9 B07 Cyclic
10 F0g Cyclic
11 509 Cyclic
12 510 Cuclc =

Return | 0k, | Cancel

Setup Numbering plans table. As Base settings choose ARS

Numbering Plans 7_

Internal Numbering Plan I Public Numbering Plan | Restricted Public Numbering Plan | Private Numbering Plan |

Function Start End Base NMT Priv Fax Add
IMain Trunk Group :_I IU IU IAFIS IDrop _'_I INo _'_' I Dot
elete I
Protect Communication *84 *84 Drop No :] -
Lock/Unlock *85 *85 Drop No Maodify |
Programming Mode *87 87 Drop No 7
(ECCOu Code e o) ) DTop KL p |
Main Trunk Group 0 -
IO |
Subscriber 200 293 200 Drop No
Subscriber 300 399 300 Drop No
Secondary Trunk Group 500 534 1 Drop No
Hunting Group 540 565 540 Drop No
ACD Prefix 80 a1 1] Drop No
Attendant Call 9 9 9 Drop No 43

oK I Cancel |

Check Public numbering plan for incoming calls.



At Trunk Groups List assign List ID with Index at menu Numbering - Automatic Routing Selection -
Trunk Groups List

=l0mniPCX Office Management Console - [D

Eile Comm  Wiew Options 7

&

e LHES | & H| 7

fomc

E‘ﬂ OMC

% Tools
-8 test
ﬁ Customer/Supplier Info

=03 Mumbering
B8 Tnstallation Mumbers
.[BE Default Configuration

Mumbering Plans
Features in Conversation

00T Mumber Modification Table
-[FE] Mumber Modification Table
.55 splitting Table

End of Dialing Table

Automakic Routing Selection
- Automatic Routing: Prefixes
- Gateway Parameters
JFE sIP Public Mumbering
JEE Trunk Groups Lisks
Hours
Day Groups

|»

Trunk Groups Lists

List ID | Indes | Mo, | Char

N | pro... [ Access... | uth.Code 1D

I Tone/Pause I

1 1 [}

Mone Mone

Mong

Setup IP address of OfficeRoute, codecs, bandwidth and GW keepalive timeout for VolIP trunk at
menu Numbering - Automatic Routing Selection - Automatic Routing: Prefixes

|OMC Automatic Routing: Prefixes

'-Hﬂ QM | | Activation | Metwork | B | Ran... | Sub... | TrGpList | (=i ” Metering | Calling I Called/FF | Destination | IF Type | IF Address |
.. % Toals es pub 09 1 het Elank def...  defaul SIP Gate...  Skatic 192.168.92.200

[=]- =B test

3

ﬁ CustomerfSupplier Info
3:2 Installation bypical
ﬂ Modification bypical
3 Murnbering
Installation Numbers
Default Configuration
Mumbering Plans

DDI Mumber Maodification Table
Mumber Modification Table
Splitting Table

] Automatic Routing Selection

Features in Conversation

End of Dialing Table

Automatic Routing: Prefixes
T Gateway Parameters

| | Gateway Alive Protocoll Gakeway Alive T\meout,l’sl Gakewa Bandwwdthl Codec;’Framingl Gakeway Alive Status | Gateway P... |

cMp 1]

125 KEit/s( Sc.. G711 20

Alive

1

At menu Numbering < Automatic Routing Selection - Gateway Parametres setup listening
port 5060. If you want to use OfficeRoute with different listening port (for example 5065), just
setup the number of the port here.

lGateway Parameters

Inde:x

Login

| Password Domain Mame

| Realm | RFC 334

Re...

5IP Mumbers ... |

1

192, 168,92, 200

Yes

5060

1
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